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3ACTOCYBAHHSA AITAPATY PAAIB ®YP’€ J1JIA
ONTUMIBALII MPOLECIB OFPOBKHU CUTHAJIIB Y
TEJEKOMYHIKAIIIMHUX CUCTEMAX

BiHHMIBKWI HAIllOHATHHINA TEXHIYHUHA YHIBEPCUTET

Anomauin

Y emammi Oocnidoceno npuxnaowi acnexmu 3acmocyeanns anapamy psaldie @Pyp’e 6 cyuacHux cucmemax
menexomyHikayitl. OcHo6HY yeacy RNpudileno MexaHizmam Qinempayii HebadCaHux wymie ma NPUHYUNAm
CneKmpanbHo2o cmucHents oanux. Ilpoananizosano enius egpexmy I'i6bca Ha mouHicmb 8i0HOGAEHHS CUSHATLY 8 MICYAX
po3pugy. Pezyremamu niomeepooicytoms epekmugnicms 2apMOHIYHO20 aHANI3Y AK 6a3u 018 pO3POOKU AN2OPUMMIE
00pobru YuppPosoi inghopmayii, wo 0036805€ MIHIMIZY8AMU CNOMBOPEHHS MA ONMUMIZYEAMU YACMOMHUL PeCypC.

Knrouosi cnosa: psiou @yp’e, eapmoniunuii ananis, cnekmp cuenany, ymosu [ipixne, egpexm ['i66ca, uacmomua
obnacms, yacmoma OUCKpemu3ayii.

Abstract

The article investigates the applied aspects of the Fourier series apparatus in modern telecommunications systems.
The main attention is paid to the mechanisms of filtering unwanted noise and the principles of spectral data compression.
The influence of the Gibbs effect on the accuracy of signal recovery in places of discontinuity is analyzed. The results
confirm the effectiveness of harmonic analysis as a basis for the development of algorithms for processing digital
information, which allows minimizing distortion and optimizing the frequency resource.

Keywords: Fourier series, harmonic analysis, signal spectrum, Dirichlet conditions, Gibbs phenomenon, data
filtering, frequency response.

Beryn

B ymoBax cTpiMKOro po3BUTKY O€3MPOBITHHX TEXHOJOTIH Ta BUCOKOIIBHIKICHUX MEPEXK, CIIEKTPAIbHUIN
aHami3 3anumiaeTbes (yHIaMeHTOM oO0poOku iHdopmarii. Byap-sika mepenada JaHUX CTHKAEThCS 3
MpoOJIeMOr0 CIOTBOPEHHSI CHTHAJTY B KaHaIIi 3B’ s13Ky. MareMaTu4Huil iHcTpyMeHTapiii psaaiB @yp’e 1o3Bosise
MepelTH Bij aHai3y 4acoBoi ()OPMHU CUTHAITY /10 HOTO YaCTOTHOI CTPYKTYPH, LIO BiIKPUBAE MOKIIUBOCTI JIIS
CENICKTUBHOTO BHJAJICHHA IIyMiB Ta e(eKTHBHOTO cTHUCHEHHS iHdopmarii. Meroro pobotu € aHami3
MPaKTUYHOI peaizalii rapMOHIYHOTO PO3KIAY IS ONTUMI3allii CydyacHUX TeIEKOMYHIKaIliHHIX CHCTEM.

Pe3yabTaTu gocaixxeHHs

Posknaganns curnany B psi @yp’e no3Bosie ieHTU(IKYBATH €HEPreTUHUHUN BHECOK KOYKHOI YaCcTOTH B
3arajibHy CTPYKTYpY npouecy. [Ipore npu npakTuuHii peanizawii METOIy, KOJIH 3aMiCTh HECKIHYEHHOT'O PsILy
BUKOPHCTOBYETHCS OTO CKIHYEHHA CyMa, BUHHKAE sIBUIIE, BimoMe sk edekt ['106ca (puc.1).
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[Ipu cripo6i anpokcHuMyBaTH 3a JOTIOMOTOI0 psiny Pyp’e CHTHAIM 3 pO3PUBAMHU Y TOUKAX Pi3KOT0 Teperary
aMIDTITY I BUHAKAIOTh XapaKTePHI KOIMBAHHSI — «JI3BiH».

HocnimkeHHs MoKa3ye, U0 HaBiTh MpU 30UIbIIEHH] KUTBKOCTI WieHiB psny Dyp’e, aMIUIiTYJa MEpHIIOro
BUKUY 3aJIMIIAETHCS CTANOK — Hpubin3Ho 8.95% Bix Benmunnu ctpubka curHany. Lle ¢pyHmamentansHa
BIIACTHBICTH alIPOKCHUMAIli], IKa HE 3aJIeKUTh B MMOTYKHOCTI 0OYNCITIOBaYa.

VY undpoBux cuctemax Iii BUKHIH, CIPUIMHEHI BIACTHBOCTAME pAniB Dyp’e, MOXKYTh MPHU3BOIUTH JI0
MOMHUJIKOBOTO CTIPAIFOBAHHS JIOTIYHUX CXEM, TOMY MOTPeOYIOTh 000B’ A3KOBOTO 3TJIA1KyBaHHS.

OcKinpKy OLTHI TITyM PiBHOMIPHO PO3IMOAUIEHHUH 3a CIIEKTPOM, MPEACTABICHHS CUTHATY Y BUTJISL PSILy
®yp’e HO3BOIISIE TPOCTO OOHYITUTH KOMITOHEHTH, JI€ IOMIHY€E IITyM.

Anroputm ctucHenss MP3 (MPEG-1 Audio Layer Ill) 6a3yeTbcst Ha po3kianaHHI ayJqiOCHTHANTY B
YaCTOTHHH CIIEKTP, IO JO3BOJISIE 3aCTOCYBAaTH IICUXO0AKyCTUYHE MOJICIIIOBaHHSA. Y TIporeci oOpoOku
BHJTYYAIOTHCS Ti CKIaI0B1 psimy Pyp’e, SKi € HEUyTHUMH JJISI JIFOJCHKOTO ByXa Yepe3 MOpir CHPUHHATTS 9acTOT
a0 edexT MacKyBaHH: (KOJH T'YYHIII 3BYKH MIPUTHIYYIOTh THXi). Lle 3a0e3neuye 3HauHe CKOPOUEeHHS 00csTy
JaHUX MPU 30€pe’KeHHI BUCOKOT Cy0’ €KTUBHOI SIKOCTi 3ByYaHHSI.

BucHoBku

[IpoBenene mociiUKEHHS MiATBEpAMIIO, O psian Dyp’e 3aMUIIAIOTBCA MAaTEMaTHYHOIO OCHOBOIO MJIS
nudpoBoi 00poOku curHaiiB. BeranosneHo, mo edekr ['i60ca € cynmyTHHKOM anpoKCHMAIlii, SKuii He0OXiaHO
3TIIJATH 32 JIOTIOMOTO0 crnemiadbHuX (pyHKmid. CrekTpaibHe NpeAcTaBlIeHHs CUTHATY depe3 paan Oyp’e
JIO3BOJISIE pealli3yBaTH THYUYKI anrOpuTMHU QinbTpamii Ta 3a0e3nedye BUCOKY MPOIMYCKHY 3[aTHICTh KaHATiB
3B’SI3KY.
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